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Preface

Welcome to the SPEAKABLE 2026 Workshop on Speech Language Models in Low-Resource
Settings: Performance, Evaluation, and Bias Analysis.
SPEAKABLE 2026 is a full-day workshop co-located with LREC 2026. It brings together
researchers and practitioners working on speech-native language models, with a particular
focus on low-resource languages, dialects, and speaker communities. The workshop was
created in response to a growing need in the speech and language technology community:
while speech foundation models and Speech LLMs have advanced rapidly, their benefits remain
unevenly distributed across languages, domains, devices, and user groups.
Low-resource speech settings continue to face persistent constraints related to limited training
data, uneven annotation quality, scarce evaluation benchmarks, and restricted computational
budgets. These difficulties are often intensified by real-world deployment conditions, including
accent and dialectal variation, channel and microphone mismatch, spontaneous speech
phenomena, code-switching, noisy environments, and limited availability of lexicons or
grapheme-to-phoneme resources. As a result, systems that appear strong under standard
benchmark conditions may still fail to provide reliable, fair, and useful performance for many
underrepresented communities.
The goal of SPEAKABLE 2026 is to provide a focused forum for addressing these challenges
through three closely connected strands. The first strand is efficient adaptation, including
parameter-efficient fine-tuning, multilingual transfer, knowledge distillation, and edge- or
streaming-constrained inference for low-resource speech tasks. The second strand is
meaningful evaluation, with an emphasis on moving beyond aggregate scores such as WER
toward task-appropriate metrics, calibration, robustness analysis, abstention, and slice-aware
reporting by accent, dialect, channel, speaker group, and speaking style. The third strand is
responsible practice, treating bias analysis, data documentation, synthetic-data disclosure,
privacy, and safety considerations as routine parts of scientific reporting rather than optional
additions.
The call for papers welcomed work on efficient adaptation of Speech LLMs for low-resource
languages, evaluation methods for ASR, spoken language understanding, and speech
generation, robustness under domain shift, cascaded versus end-to-end error propagation,
low-resource corpus creation, lexicon and G2P development, and ethics-by-default reporting.
We especially encouraged submissions that combine methodological innovation with strong
empirical evidence, transparent documentation, calibrated uncertainty, and, where possible,
openly released resources or code.
This first edition of SPEAKABLE reflects the increasing importance of speech technologies
for the long tail of languages and communities. The accepted contributions address a broad
range of topics, including multilingual and cross-lingual modelling, low-resource adaptation,
evaluation design, robustness analysis, data-centric approaches, and practical deployment
challenges. Together, they show that progress in speech technology cannot be measured
only by performance on high-resource benchmarks. It must also be assessed by how reliably
systems work under realistic constraints, how transparently they are evaluated, and how
equitably they serve diverse speakers.
The workshop program includes oral and poster presentations, as well as an invited talk by
Jordi Luque from Telefónica Research. We are grateful to our Program Committee, consisting
of confirmed domain experts from academia and industry, for their careful and constructive
reviews. Their work was essential in shaping a balanced and high-quality program. We also
thank all authors for submitting their work, revising their papers, and contributing to the scientific
scope of this first edition.
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We hope that SPEAKABLE 2026 will serve not only as a venue for presenting current research,
but also as a catalyst for collaboration, shared evaluation practices, and community-building
around inclusive speech technologies. Our broader aim is captured by the workshop’s guiding
message: build strong models, measure what matters, and make bias analysis routine for
speech in the long tail.
Finally, we thank the LREC 2026 workshop chairs and organizers for hosting SPEAKABLE
as part of the LREC 2026 workshop program. We also thank our invited speaker, reviewers,
authors, participants, and supporting institutions for helping make this first edition possible.
Further information about the workshop, including the program and updates, is available on the
SPEAKABLE 2026 website: https://speakable-2026.github.io/.

The SPEAKABLE 2026 Organizing Committee
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